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ABSTRACT

Today, SIP standard (The signalring protocol for the Internet phone service) raises to be the standard technique because the expandability is
high and complexity is low. It is widely investigated and actively advocated to use Signal ring protocol for SIP in VoIP service. SIP service
can be applied even outside the Internet phone service; instance messaging and various multimedia technology are just an example.

This paper proposed an embodiment proxy setver for rambling support to use JAIN SIP APL It provides standard interface for testing the
Proxy server for SIP and embodiment of user agent that transfer instant massaging and voice communication.
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