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ITU-T(International
Telecommunication Union)
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IETF(Internet Engineering Task Force)
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HAITE AEE SI3 TR EZO| 1E S BEIRIAL glon 22
AA|7PE4 22 E F(Real-time Transport Protocol)ol gt 7+
A4S ¢ad ITU ¥ [ETFAN 3444 Z2EE2 J=g
u} gk

® Session Initiation Protocol(SIP)
o] Z¢utol A= RFC-25432 &3 34 2 Ye|n|tjo] F4lo
A Al (session)2] B4, W7, T OiFt ZREZ-S F o5}
213 2L =85t Qirk,

® |P Telephony(IPTel)
o] Zuto = el dajxue] FHE 93t £ 4|19
(signalling) Z2EF| |UE ERZ 3} 9lo0, Gateway
Attribute Distribution Protocol ¥ Call processing language
ol tigt &3} 2S5k Qlet

©® Multiparty Multimedia Session Control(MMUSIC)
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® Service in the PSTN/IN Requesting Internet Service
(SPIRITS)
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ETSI/TIPHONE(Telecommunications and Internet
Protocol Harmonization Over Networks)
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— WG : Requirements for service inter—operability

= WG2 ! Architecture and reference configurations

— WG3 : Call control procedures

— WG4 : Naming, Numbering and Addressing

= WGS5 : End—to—end QoS aspects

— WG6 : Verification and Demonstration Implementation

— WGT : Wireless and Mobility aspects

IMTC(International Multimedia Telecommunications
Consortium)
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MSF(Multiservice Switching Forum)
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1. 812 RS 7l=gE| 4. hitp//www_ietf.org/
2. VolP Telephony 23 5. http://www.imtc.org/
3. hitp://www.itwint/ITU-T/

Phone to PC

Voice over Cable

Digital Contents 2002-8 131





