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Study of the Noise Processing to Technique
Speech Recognition System
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Abstract

Recognition system of noise processing technique. A method combining SNR normalization
with RAS is considered as a noise processing and the performance of the speech
recognition system can be improved using other noise processing technique.

Experiment of recognition system is the internal organs that using a general digital
signal processor(TMS320C31). Recognition word set is composed of 60 command words for
office environment and order of computer. Simulation is considered as a colored noise of
general environment. The results of experiment showed that the recognition word set
gives 94.61% of efficiency of recognition at maximum in case of the combination of SNR
normalization and spectral subtraction.
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