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Abstract

This paper proposes an algorithm and a mode! topology for the connected speech recognition
using Discrete Hidden Markov Models.

-A proposed model uses diphone and triphone model which consider the recognition rate and
recognisable vocabulary. Considering more exact inter- phoneme segmentation and execution
speed of algorithm, 4 states have to exist in diphone model where the first state and the last
state are keeping a steady state, the other states hold a transient state. 7 states have to
exist in triphone model where 7 states are specified and improved to 3 steady states and 4
transition states.

. Also, the proposed speech recognition algorithm is designed to detect the inter-phoneme
segmentation during the recognition processing.

[ M2 Ay 20 F4 FH= sl FE AT A2d

: So] dleksisldA] dul AMALEA] B} Al
TE Au3) As|2e] o] sigslE T oo miE 1 A8H 4 Eislolxe] WaAe] Fuiskw gl
o} o] A& o83 AR 714 9] FAe) 7}

* IERR, KRR BT8R 2 Aldaglw gt Zeg AzEr] el =
(Dept. of Elec. Eng., Hanyang Univ.) 3, 32 34 CPUE A% ZAFH 7€ 2 uxg
* FAA, GRTREITOR T8 Als Aele] e digeke| §4 A3E AL
(dept. of Elec. Eng., Doowon Tech. Coll.) 2% A7} 7besle 84 AdgHo]~E $i3 &4

B HF 1995455100, sAkw Y 19954£12A21R Q1Ae] ZgAdo] Zrjslx 9lr}.
' (108)



199% 1 RTTPREXE $33% BE % 1 R

ol 24 <A 71e =A TR Q4 B A%
43 QA agja dF A oA R v 4
et mFe] QI miE) preial g e gA-e 3
AR wolv #3459 $4 ke shie] dRles
Mt Al2H ol BAle] whgel| Alefo] mpErh
= e xSty gled, E83) e alele] 23
ZA%e] A A olHe] e} A% g4 A
SpAE Ao W3 o] dHA)A] ok 84
F7he AgsiM e Sgse e siale
ol Alofo] mEA] 9dAwt 28 A Foll ofsiA
Qo] A 4= Qlch 44 8§ QA At 2
24d 5 Er) 2k d9lg vbre] Qs gy
TAE A AR HeEs o] A4 R A%
4 A9 S Bl JPfolr} w97 84
AA g Ak A QA Qe Bk ke )
7% (segmentation)o] 1A HA s} HePaiy s

oo} ghe} 3!
L4 oA wegE: DTW (Dynamic Time

Warping) #= 29 sk=z w9l(Hidden Mar-
kov ModeD)oll ¢J3t why 5-& & <+ 3ict. DTW W
He S Alaelx FA48e7 480 e AR
AFe] vAdgH g vepdols EAIE dAs] 9
sl F AR 7he] widygAQl Sl 23l A7 &
< Asdhe P oEA v o X ES e
WA B Al A" o3ake dXE 5 gl
the @3o] oot & vlax malle 24 Alse I
293 wde] Aejde ReAzlozs Hr) 584
22 54 A¥¥(dynamic programming)-$ 533}
EE A oA wpgo® o geke] w84 Q4]
Azglel] Hggh whaele} 57!

£ =ieME o4t &4 vlaEE g o]ggt o
24§44 A 3 daelE ¥ 2l EEEAE A
oigie}. Ak 84 A dxeElEe 1A 3 el
A Ao e e AR 5 =S AR

ARt 2d& Qg AT 5 gle f3E 2
el 2 g4d ¥ 3 £4d e A3, B
A 4 7o) Alide|dn gwelEe] £y &
=5 83l 2 gadoldds A HA Aol mpx
A o A, UeiA Al Aol Al 4 el
AHE Z2EE se, =¥ 3 gxdeMe 7 Y A
e ZEE 3hn, o714 7 A9 Ade 3 e
Aeet 4 7ol Mol AelE Z== A}

Q

(109)

109

Akt doelgst vl £E2AY BEME UF
3b7) sl w Shalo) Qaia AA R Bgo
2 Agdeli g st ol g AnHE B

0. 84 2y A2H
4 W2 oAl § Aot d5AQ 84

Az AgEs 34 e o A, & 84 e
FE 52 ARE FI5h ARS L, o &

[=]

A QA Azdle] dubdel TR 29 13} 2ol

l Speech Input SianaIJ

!

L Preprocessing J
‘

I Feeture Extraction J
!

I Vector Quantization H
!

[Hidden Markov ModeLI-—'{ Reference Pattern J

j |
| Word Model J
A A Ay gz

. Structure of Speech Recognition
System.

Code Book l

AA] Al 2gle dlojel 5 neo oax A
AEE QIHOZ ylopd AY o2 23
3H(linear prediction coding:LPC)%} 7h& 24 %
g 7] 53l #=d(observation sequence)
Folve A A A 2 F2d2 HE FAH 2d
< T 24 A9 oA o8 gAe WAtk F
A AR A FEE 5 A

A A2 HleME $4 AEE WS F opd
2a-vjAd Wl oJsld dxg AlsE de dlo]
et 95 34 Y Ax3E AT Ye)(all-pole filter)
2 7Fd3ted ol izt o Hejol 9y Az g}
el E &3 54 delE 322 a3e )
F A} DAl A M oA 29 B3R 9
2hole] AlEAE FRiE SAA 2do) digsie el
Al Alfaoke] 2318 distance 3% W& AHES)
o g F 7P AP AL mdo] el 84

o
=



110

Y08 AT go2 AAsHE dAolct 2

2 =29 AgdeldeiMe diolel HE HEoA
253 24 23S 8 kHzo T2 8D 16 ¥
E9] Halxog AHEZHstn, 84 4159 A e
B 3% A A 0.97-% Z+ preemphasis ¥
Bee 43 & ¥, 20 msec (160 sample) 3719
Hamming # 59 Burg® #AzF " (lattice
filter) & AH23F 12 2} LPC A& F&3lo] o]7le
2 2¥] 12 # LPC-Cepstrum ATE &3} o
B A3l #AdxE LPC-Cepstrum  AG-E
training WEIZ 3l} I B 7§ 648 M,
modified k-means ¥&x#] ARl 2| ~EE
4 it} =3, 29 vkE= 2d(Hidden Mar-

L= ~]
p=JE=]

kov ModeD % o83 1=l w3y SAeldE ol4t &
9 shz wdg 4] 6 e 2 94d 4 3 %

298 Feisin], Alzatdle)ldel] Hag 24 e
< 37l 8lsled  Viterbi de] A8l
Baum-Welch “me]Eel ojsix #HA AedE A
233}

=0
p= =1

A

ol
o

[

.

(=3
=]

A Alaglel M

1. A A2 2 54 5

223 <lAle 2iF A A e dele 5 ¥e
23 84 AEE 8 kHzo AEY TR A
16 BlES] Fal5-s ZEE sk AEY AT o
o gt 12 x LPC-Cepstrum Al5-E &3k 3
Aoz +3r}

I3 2¢ |4 AEE 5P| A% dole 8%
Rz 32w vepd Ao}

Analog Device AF] AD1848 SoundPort Stereo
Codecs} IBM PC2 <lE]#lo]l~= DMA (Direct
Memory Access) HM]-& 24-5lof MdAR}

dlelel H5 weod] oajx] ol $A AEE 8
kHze] A&EH Foez AEasin, 438 Alse
Fa 4ol tlelub] #HAAE o LPC #4
£ P& o FXAHQ ¥] S FoPP] Y3l 1F
gl oux]E F7MIFI= preemphasis A&
8%kt preemphasis TelE A (D& Jehd 4
e aHd "eleld?! | B =EoMEe "H AS
2 & 0.97% 3] 3},

[e]
=

e sz g o4 4 A4 Axd 47

(110)

FER N

g 2. dele} 5 =
Fig. 2. Data Acquisition Board.

Hz)=1-zp ', z¢=>1 (1)

preemphasis #4& 58 & ¥ 20 msec =712
Hamming # 3o} Zzl "elg AHsled 12 3
LPC A+E #&3} AM3 Hamming &
wn) & A (2)el vhehfe}?

w(n)=0.54 — 0.46cos(—EZ%) (2)

12 2 LPC AsE FE3P| A% 4 Fefo +
Z& 19 3¢ Jehlle, ol& $33lr] Y% Burg
gaejse ohgst 2o

=
p=]

Yin

LN

L
L

N .
. — ==
(b)

a8l 3. ZAzl g &

(a) 291 AA 9 (b) A Az dE
Fig. 3. Structure of Lattice Filter.
’ (a) Single Stage (b) Cascade

» Burg &xzlE <
[2A 1] 79 "9 AlsE vebd gddxg



19964

M= 028 Z78lsln 7 e
o} o] z7)3)¥ict

o}

— i — b
=1, Ly T @iy T

4714, gE AGe 2rlge vehiz,
o B o 27 A Alselde) A we elS
ofel W F e o3 olels] 271 wE A
o g2} ARAE hehley.

@iy X,

duuv_

(24 2] Me 1 2718 olle) Aol el
W ASE 230,
% ezil,M—le{‘—LMﬂ
aym =
i=§:l(‘€i-|‘u—1| 2 + '65-1,M~1| 2)
A71M, &, ¢ jAbellA | WA Alse] A akE o
2 o)
et o jARlA 1 A Alge] & oukg o
2 ofg)
ayys M 2] vAASTE ehdc
[ 3] olehel Mol olsh W) Arg 233
o}
Ay tom = Au-1i-m T Qym A=y m, m=1,..., M-1
(<Al 4] ofefie] Aol olaiA] B a5 AXlgt
o}
PM~1,N min T %Du—l
Dy-y = —lebwmal® = ledul® + (1 = lay-ryilD Dys

[ 5] Mo Folxl deje] Apprc} 2o M

& 1 37kl [2A 2] & e Y
et
LPC AsE 7% F LPC Algild A (3) 2 4]

(4)& A}8sle] 12 A LPC- Cepstrum A58 %
sy o)]2 &4 Aze) B4 sleinlejeln e}

(3)
(4)

Cy

a,

nzl m
c, = a, + Z:I(l—“n‘)a,,,c,,_m, 1< n 512

o]7)4, ¢, & LPC-Cepstrum #AlFela ok

2. g ofxl3)7|
2 gy 22 Al 2] 123
LPC-Cepstrum A5% o83l el Jx3E 53

1A BFI9&3mTE

(11

®33% BR £ 1% 111

gheh e} oFx}3b7]= modified k-means dels
sle apgstel  AASHY. ™ 49l modified

k means Y2elEe TELE vlelich

=2

Ry

@

a8 4. 4% k-Means ¥xa%
Fig. 4. Modified k-Means Algorithm.

3. 2 vtzx 2el(Hidden Markov Model)

24 ul3Z gg(HMM)-& A4 A5d2 Y &
E408 o] 2 ndoly =it Wslsle $AH
EAS mdEsy] el vt Z2AAE o8 A
olcl, HMM=2 cg-2 &+ 74| 7Id& meiste] AAl
b & 3 wiA e dAl e ol Aelell
ab &l viRE pHe|w, F oA A2 Y
FEE Ao Aol A= T A A
Afeollat ojEgch= o' o] &Y =Y riAole}
I g}

gk, AEjde oI (hidden) AUotA A 3
Z 7bgRt 3 AT 348 4 gleEw
HMM2 o533l A mdo] 5“4 wde) 7} 7k

o

=

o131 Abeje} fEFe] = BF GE REo 2fd)
A5}

HMME o83t &4 AAE +33k] fsiA &
Astejol & FAe} o oigh °ah_ilc & ofefje} 7
‘_4_156}

R HA FAe #3329 0= 0,.....0:8 =2d

= (A,.Bn7} 7oA o 3% && POINE T
k= 71224 Forward ¥#2lE 3 Backward &
a5l s AR fa=)



112 29 vjzx nds
> Forward ¢i2E <«
(34 1] Initialization

(D) = mbfoy), 1sis N

A71M, n, ¢ 27 AE BE

b, : B5YG BE £EE Yepdr)
{<tAl 2] Recursion

e S BE T35 Az RE

Liso

el Al At

) = 1 Zadvay ] bfon,
1stsT-1, 1sjs N
[97A 3] Termination
HE 8 ;e AUIE

POW = ,g”la,u)

F 94 BAle Folzl ey A3dz vE FH
o] AedS = A2 Viterbi dmelEel o
A QAR e}

P Viterbi dxzlE <
(= 1] Initialization
dd=mbloy), 1si<N
(D=0
[ 2] Recursion
BE T2 A7} Aol disiA] ofg-& Akl

| Jax L8 (Dag) b0,

dN= 2<t<T, 1<j<N
¢ilD=arg TNl 8(Day) . 1<jsN
[ 31 Termination
P’ = l;n?éN[ 8 (D]
q;— arg lzlaéN[ 67‘(”)]
[34 41 Path (state sequence) back-
tracking
qf=¢r+1(qf+1), t=7T-1,T-2,..., 1
A AR EBAE Folzl dedst Ao selog

& 72 oWt At HEF A2 Heie)
Bl 3% AAske EAleldt ol Baum-Welch

o] ¥ &4

(112)

A Al2d dA FEE
4 daElsel Had s, dAlg 2

A= (A,B0A A 24" 24 md ]
(A, B, x)2 A (5)ed A (3} o] A AT
a ek

Z 7’0(0 (5)
2[01'(1
T T
2 a(da, b(o,)ﬁf(ﬁ pIFRICH)
ay=—"1 =1 (6)
ga: DB (D) 2‘71—1(1')
T
z
_ Za,(z)ﬁt(t)a(o, v;,) st 1_0 749
XOESS L Ot (7N
S addBld 40
A7, (e BEEa 2l thsiA] AL tellA

Azl i d HES Jehlid, s FoAl w5
3 =elo)] g Az tel AL Az} i, AIZE t+16
A9 At i SES vehldth B, o) 9 8.
Zkzy A7k tol]l disiA ) 9] forward
backward W58 viepdic},

1

/k
- 2

4. 84 AN daElE

(1) =g E2X

+4 A4 A2"el AHEE HMMS] 24 &Z
E2AE Left-to-Right 29 AMEsin], ol al4] A
28lol| me} o7kl WS = 3t

B ERelld Aokt A Aladle 2 82 9 3
ag 999 92 fAolEg, 7jEY 2d BE A
g abgslA 5pd 2 2299 3% 6 ﬂH AelE
ZA =i 7t A2 Hel9] Aol 13 & 15 7
7b "ok =3 3 $2499 A%le 9 A9 e
ZA H1 7t A e Hole 22 F& 24 7K
7} ek ek Aokgt 2dL 2 244 sl 4 )
o] e 23 9 71A]e] Ael, 3 f4del dEiMe

7 7R AeE 23 18 7Y Aol ¥ F IS
Aé?ﬂﬂ-]:}-

=g, A7 o4 QAN Sa7t Aaseld
AE ZgAoz HAs] Al 2o 7 Aol
W3t ojnlg o}gat 2ol A2l

% 2 449 4 3 449 AfalAe] 3w A
e AR SAvE AR A Aeols, F HA A
e A g4l F HA gge] Hol AJHEs



1994 17 BFIREZIXE F£ 3% BR £ 1K 113

A s 4ol G o o) ke Adeln, A
A Adeis F oA Al fARske 22 R
A0 4g o A W Zlo] 2ok v HA 4
e oA 4t P e vehd Aol

=g, 3 $adal Al oA A Al F
WA g4t A A Sage] Hel AHE vER A
ol T WA el o g YL B o,
oA WA Alele ob dAeh fAREe k] A A
L4 d3g o o] Wk Aot UF WA Ad=
Al WA Savt s e dERd Aol

a3 5& AR 28 EEIAE AR Aol

o> do (%

(b)

a3 5. Ay 2 EE 2R
(a) 2 849 24 (b) 3 S44 =¢

Fig. 5. Proposed Model Topology.
(a) Diphone Model (b) Triphone Mo~
del

=)
e

Y Mol &, = (A.l.i. €18 Tu
Caloviste KO L) Vom Forwerd Agorithm

[ 3 i Colmaene 2 ROWD |

ag 6. 3 4 94 duEwE
Fig. 6. First Phoneme Recognition Algori-

thm.

(2) 214 dz8Ey 73

Aotk 2l EEEX] S o]gsle A AT} FA
off Aol s Y 5
o}

Ho B2 AR T..5 223 Fd Hol Azt
F7re R Aoy B =Foae 4719 Hd Hel
A7He 300 msecE RSk, ZHd =97t 20
msec 712 10 msec ® over-lapping F2EH
T o =207+ HES A} =3, T, & HA A
o] Azt FboIY Ty =102 *é"“ﬂ":}

29l FAEF zZte #ELe i A 525
Asle daelEE -

Ad A Al FoAl #EHAR FE 99 A2
5 g4 QA R Foll A& A FellA oA
o Aleloll dgshe A WA R5AR e o) i
Hog 43}

V. 4% g1 § 24

1. 24 44 38 I3A
2= L°1W Aok 24 oA =g 48
g a7 7ol ZAIRI

Speech Signal Sempling
Sampling Freq. - 8 kHz
Sampling Bit : 16 bit

Festure Extraction
Preemphasis*Fitering : Coef =0.97
Hamming Window : 20 msec
Burg Lattice Filter . 12 order
LPC-Cepstrum 1 12 order

Vector Quantization
Size of Code Book : 64
Modified k-Meens Algorithm

Pesttern Metching
Discrete Hidden Markov Model

a8 7. A daElge) 3 1Ay
Fig. 7. Procedure of Recognition Algorithm.
2. A8 A=
2 =gl A8 44 delshs B Sixi
& whEsl oz 2709 FAel disl 27k 8 sfe) 2
(113



rlo
e

114 Y et
oy 2 3 g4y vwde AdAsle] FaiAzen 3
7o) FAell dsiA alalg esle] 3k gl wi
2 oh2e] 2 ZHA] ubel ojsiM SeEdcl & R A
A S A S Y daE e Fshe o Q]
Al Al Al o §a4] Aol Adke FA o
22 3] 5 A 9bS A A Q1A A
of w2 frlx(likelihood) 7S thd 33 elrle
z7] g2 AM3ES gl

LRSS

A
\
\ )
N
A\
N

3 5 10 15 20 25 30 35 40 45 60 55 60 65 70
' )

-

W] At ZER Frlel ofE A o
3o AdA =27]

Relative Size of Total Distortion for
Vector Quantization Code Sizes.

I3 8.

Fig. 8.

-

R

—a—
Diphone
—_—
Tripk

o e—

l
/
/
:

& i

&

-
o

-
-]

2 3 46 67 8 0 1011 1213 14
Reration Number

L
b A\_

T8} 9. Log-likelihood 27}
Fig. 9. Log-likelihood Incremental Curve.

Modified k-means %ue2lgolirel z= & =)
of W& okxis Al a3 8ol EAS, ={

T
o

[
=2

Baum-Welch =} 34 <oaejge] e o&
log-likelihood®] $7F 4 27 9ol ehic}

2% 8ellis} o] == B =77} 64 ool

g o] 4 4 dH Azd AA

(114)

FRE i

Pt Aol of ol semE B kpaa:
TS % 218 642 Aol Wel daimE Sals
i

AR QY AsHold S 2§49 W 3 S
Qoll She QAL E 16 EATE

E 1.9 4%
Table 1. Execution Result.
3 33 T I i I
Aadgela | 2 #24E 13) w4 e
*F ERCEN | ge ge
2 &49 13 34 A&
2 Q4
3 &2y oS as |
2549 92.3% 96.8%
Q4 &
3§49 093.1% 97.2%

Alzleleld 2R 21X o3t ARz AkE
o 5 glen, =3 o4t 2 mtEx wdd oJjF
AR FATCRA AladHeld FHAS ST
7} Qlet.

o [elixe olde] ArE 2w A o] ol
Aol tha "ojle, Wb [ A $4 <14
Aol BE AL e wEgeEH =d A9
old HRE Zx JYouR wlwd $& AAEF 3
< Alzdeeld o5 Yehdird 2 84dex Ao
ejold o7t 13 AEs 0 264 v
23 Zloje},

(s

Vv.Zd B

B ERoAE ot &Y ulmz mdg o83 o
A A A #3t dalE 2 2l B2 E 4
chaloleh. AR 4 QA dweBL o4k & 6}
2z wde olg4goss Al T ek ool
e e AT 4 =S AT

Aokt me AlgI QAR 4 glE ol 3
Hale] 2 g4 4 3 249 2L AHSIon,
neh QY 24 3 AadEoldst gueiSe) 4
4 £eg pejsld 2 eageldE A WA st
whxlet bl b A, UeA| Abele Wol Adelql
4 7)) AelE Z=E 3w, w3 3 g2l 7
el Aelg ZEE sQom, o7l 7 A A

o]

2
=



19964

3 Mol ok
shct.
Aoz He Al 2 hesd nd ¥
79} ekmelgell ofs] A 3 Lxo S 7o
g 4 gled, w3y A A wPsie] Alwnlele]
A& Fagre RN Aadeeld 2RE 2 4 Ui
i, 23146l d3kE she AaalEe)d 2577 ohe
a2 e & s FA 42 FIE F

Aeish 4 7] Aol bl =R A4

£

B =gl Ak daElES 54 el aleiA

4 7 AAE vlEl vE e A% S U
ol A 44 <Al AlawlEeld FA| A

F A~

3¢ £ F US AeE s

degel At FAE B =FeA Aok daEE
& 4% &4 =22 2d(Continuous HMM) ¥ ut
A% 29 vlz2 29¥(Semi-Continuous HMM)ell
Hg3e] Mot 22 AAES dE el glen, =g
BS54 siajel ok 34 A Al2Ee] A it

2o g3

{11 AA Giordano and F.M. Hsu. Least

Square Estimation with Application
Digital Signal Processing, John Wiley &
Sons, 1985.

L.Rabiner and B.H, Funda-
mentals of Speech Recognition, Prentice
Hall, 1993.

J.S. Bridle. “Stochastic Models and
Template Matching @ Some Important

Relationships between Two Apparen-

[2]

Juang,

F # F(E®E) % 284 Bl % 6% W

GRS LR AR
ASHE, WA FATIRENG )

s 43 7}

X XA 7Y

1A EFTReHXEH £33 % BR £ 18

(5]

(7]

(81

(91

(10]

115

tly Different Techniques for Automatic

Speech  Recognition”,  Institute  of
Acoustic Autumn Conf., 1984.
J.S. Bridle, M.D. Brown and R.M.

Chamberlain, "An Algorithm for Con-
nected Word Recognition,” Proc. ICASSP
-82, pp.899-902, 1982.

L.Rabiner and B.H, Juang, “An
troduction to Hidden Markov Models,”
IEEE ASSP Magazine, pp.4-16, Jan.
1986.

A.B. Poritz, "Hidden Markov Models :
A Guided Tour,” Proc. ICASSP-88. pp.
7-13, 1988.

B.J. Juang, "On the Hidden Markov
Model and Dynamic Time Warping for

In-

Speech Recognition - A Unified View,”
AT&T Bell Lab. Tech. Jour. Vol.63,
pp.1213-1243, 1984,

J.G. Wilpon and L.R.Rabiner, "A Mo-
dified K-Means Clustering Algorithm for
Use Isolated Word Recognition.,”
IEEE Transaction on ASSP. Vol. ASSP-
33, No.3, Jun. 1985.

in

G.D.Forney, “The Viterbi Algorithm,”
Proc. of the IEEE., Vol.61, No.3, Mar.
1973.

-, "Parallel-Port 16 Bit SoundPort
Stereo Codec : AD1848,” Analog Devices
Data Book.

MR COERR) B 284 & 4% B

(115)

W) Bepojeta Axrests a4



