im

bl

PCSE %% 84
39 B

a8 tiu

E X E A B
SRR ARG AT
L) LipE
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LM &

Personal Communication Services(PCS)= %]
Ao Aldgle] deFoz Ao A7) FA AH
2o B0 Y 4 glojob At} U o)
A, A olEA, A B, 23 AFERlel o
B A&H olFA T MEe Egsle PCSHA
A UIEYAS T/l BAIgle] Aol
At dFE WIE B AMHAE AFLE
slolek B olzfa g e PCSE /]
Z9o] ZZ A3 (PSTN : Public Switched Tele-
phone Network), AMPS(American Mobile Pho-
ne System) 9} #& o271 (analog) o]F 54l
A28 (A 14 PCS), cordless telephone, pag-
ing, &2t ¥ 59 tAL(digital) o]FFA Al
289 (A2418) PCS), 2213 945 A2d 5
o Z7] g2 7leg 25 Lgsor goh uhet
A, PCSE 913 &4 39 4L drjljz A9
e ulg o9 PCSe AAd wel §4
U (speech coder)?] ALE, A% oefe Axn
A, AEE A4F A7 A (delay) Fol Aok
2. |

w4 coder®] AJ%& A E9¥ 349 82
(signal quality), A48 (bit rate), codere] At
2 (complexity), 18] 41293 (communication
delay) 59 471A 948 H7FE 4= Aok 19 1
< olE M AFY 24 d9et 1 #AE B
o T

Mean Opinion Score(MOS)+ ¥ 1] Jehd
upe} o] SAel A E SHAR EFIICHM
MOS7} 4~4.5¢1 ZA$E network quality, 3.5~
4% communication quality, Z2g]3 2.5~3.59]

b4 o

coder+ synthetic quality® ztevki w@éle] 2
thB o) & 59 32kbps ADPCM(Adaptive Dif-
ferential Pulse Code Modulation)®& MOS 4.1
¥ petwork quality® wHEshn, w34k (US.
Department of Defense) $3¢] 3¢l 2.4kbps
LPC-10e!%1= MOS 2.32.2 synthetic quality o]
ahe} S4E AWE) gio] Uit ALEAE A7
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SIGNAL QUALITY
MOS, Pe

A

N

EFFICIENCY DELAY

bps,bps/Hz
COMPLEXITY
Mips,mW

(& 1) &4 2 channel coderd] 4% A%

(ZE 1) MOS Scale

MOS Scale | Speech Quality | Impairment Scale
1 bad very annoying
2 poor annoying
fair slightly annoying
A good perceptible . but
not annoying
5 excellent imperceptible
AN MBEA 5o 55 S49] F2 AS
Ak B4 Azgolie] $2e 84 coder ol
o] A'd =Y (channel coding), HEZ 9 S0

dee deo A 3 H4E bit error rate
(BER) 9] A=df| wet A9 S/AY Ve
Ad o] Mehz gloldd] 93t burst error T o
2 fEsH 84 299 Fo vlEd] FHA0E
A& 71t} 99 GSMe] 79 13kbpse] &
A A&Fe Reed-Salomon Z=F Hrtslod 22
8kbpse] AEE "FEo] interleaving H4loz A
&3

Bit rates= sampling rate$} sampled bit4=2]
Fo2 BPAC B 2& Y9HH o2 ABEHE 2
t] 2 A5 9 sampling rate$} bandwidth& X«

(1061)

(E 2) Digital Audio Formats

Sampling |Bandwidth| Frequency

Format  |o” otin)|  (kHo) Band
Telephony 8 3.2 (200-3400Hz)
Telec.:onfe— 16 7 (50~7000Hz)
rencing
Compact (2020000Hz)
Disk(CD) 44l 20
Digital Audid 48 20 (2020000Hz)
Tape(DAT)

t} &4 200~3400Hz] thg o &4 o
A7k AFEHo glom, AYAHQ sampling rates=
8kHzoltl, EAIFo]x o] spectral efficiencys
bandwidth®¢] bit rate2 T HH ©@9+= bps/
Hzz} €t

Coder9] complexitys= A4S £338t1 35
slal=d] "ot AM(MIPS @ Mega Instruc-
tion/Second)2 AHYHT}. o] complexity=
codecd] 714 2 3¢ AxegF(mW)Z 2438 &
A7d e PCS @a7bd o battery §8& 2
o= 8% 9471 "ot

npAlEte. 2, &4 coderd] & A3 A
A (delay) = 549 F5 AA = &
8.9t PSTNo|A echoglol £317} 71537 ¢
&A= delay7} 20~30ms oJujo]ojof st 944
EAl9] round trip delays= 280ms o]ujojojo} 3t
o 183, A9 ZHYAMe error protection bit
E A2 coderd] tidtAY burst errorg Z0]7]
Y3t interleavingo| delay 9] g<lo] Ht}. o]& 4
M As a4 PCS A)2E9} §el, network
ZREE, AT, tEHE W4, deel) 2
7], 2gli HEZ YHE g2 trade-off & 2¢
=th

PCS AN 71 F23 9428 A& 3
gd Fiag dgd g ASAte] 9E2 3
& spectral efficiency©|t}. Spectral efficiency
= F2 A9 arie €99 doF, 1ga uF
A< (Multiple Access) W o & AsAct =

g 24 codere] A$E ZAE Hoh Fud

M

)
A&
[o]
&



PCSE 9% &4 =9 W<lg 23 v=m 77
(H 3) 24 Codere] =A] §53} 5%
Network 71 = £A coder
PSTN ITU-T 32kbps ADPCM (G.721, G.726) [51
16kbps LD-CELP (G.728) [8]
8kbps ACS-CELP (G.729) [9]
6.3 & 5.3kbps Coder (G.723) [10]
D-AMPS TIA 8kbps VSELP [11]
(IS-54) 4kbps VSELP
Qualcomm CDMA TIA 1~8kbps variable QCELP [12]
(IS-95)
GSM TDMA ETSI/GSM 13kbps RPE-LTP [13]
5.6kbps VSELP [14]
JDC RCR 6.4kbps VSELP [15]
3.45kbps PSI-CELP [16]
INMARSAT-M INMARSAT 4.15kbps IMBE [17]
Secure U.S. DoD 4.8kbps CELP [18]
Communication 2.4kbps LPC-10e [6]

FQPE Q7|5 AT Yk 0 Z spectral ef-
ficiencyE Z7}A171th

Microcello|u} picocell& AREsH= CT2(Cord-
less Telephone 2)oA= Ad G dFH Y20
W7l W&o 32kbps ADPCM coder& Alg3tt}.
9 2 A(large cel)& AHEdte f99 GSM
(Global System for Mobile communications)&
13kbpse] RPE-LTP(Regular Pulse Excited
with Long Term Prediction) coder&, ¢ tjx
g A28} (JDC ;. Japan Digital Cellular) 2] 3§
F£0 2+ 6.4kbps VSELP(Vector Sum Excited
Linear Prediction) & 22} A &h 3t ™

&4 codere] A BF3= PSTN9 A9e=
ITU—TOM, o]FA FAY As= FH9 TIA,
dHo] RCR(Research and development Center
for Radio system), 718]1 §% 9 ETSI(Europe-
an Telecommunications Standard Institute) o} 4]
Z} ol FBAl AjA” HRAlY| w2 &4 coderd] ¥
.,.§]._EL x]ag-ch:} IIEL _r]HEA _,45]. 0/\6]
coder?] FF3l= TA| 449G INMARSAT
(INternational MARitime Telecommunications
SATellite organization)o| A} &Y= Qlr}. 18%

(1062)

o

=

Y| 3} & Al (secure communication) & 8] v]=-
A& 4.8kbps CELP$} 2.4kbps LPC H3H &
FEFO2 ARSI itk F 32 4 F8.7]8
&l ¥53}9 codery dE& RojF)

AE o]ofA XﬂZ’f}OﬂHt ojv] FFE3tE
lﬂ A2AY o]FEAE 4 2D A& 71

A3FAME A3AY PCSs} A

o

12 e

Fﬁl
rhu UIO ih m'l) r_u
mo ox toh oL ox

f‘a% ﬂwq wpxjgto A4 A=
coders} BHE G ATWFE Agksln 2
e,

IL H2H|cH o|SBAE

24 29wy

PCS9] A 1Azt Eel& ofd2 1 o] 5FAl Al
/\Eﬂ 8. x-]]ZAﬂl:]-]Ol 1;]1]151- o] = /\] /\]/\Eﬂ oz u}
Hozka glot. gAg "]i\—ﬁ“" opgE AlAH

o Hl&l 24 AE o} gh&o|| 9)5} spectral efficien-
CY4 377} 30]5}3’— ol Aste, 53] 433t

3F

ial

Whl5e Hoit 4 drke e 2.
E/‘é codert aA BgRss vl 29dns
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s 34, 283 0|5 PHE AskE hybrid
Qo2 U 4 gk Fad 84 53 48
79 29} 2k

Quantizauon

Adaptive Predicuve
Coding with Adaptive
Bit allocation

Time doman Compress-
ion with ADPCM-MQ
(Multi-Quantization)

Codebook Excited
Liness Predictive
Coding

Vector Sum Excited
Linear Prediction

Transform Coding with
Weighted Vector
Quantization

Regulsr Pulse Excitation
with Long Term
Prediction

Multi-Pulse excited Linear
Predicuve Coding

# 4= CT2, D-AMPS, GSM, 15-95, 183

Q2
—3
)
rir
—ln
2

ﬁo

2 CT2 71-A 283 PSTNY
}B}. g*é coder2 e¥ ADPCM
network quality & fx8}H, Aleo]
rol H w9l smW Aol AuAl &
bAld Z5el S8t flols 1D
E%"% zlz olor,q a%,] o]%&/\ u}o]
DECT(Digital European Cordless Telecommuni-
cations) A|2AHI AT AFLE T )
a3, AAA A84% wis] dd 54 A
Blo] 85 (capacity) & F7HA1717] S8 o
3o hit rated 2= codere] S#o] I
35 a7=o] g} 1980 GSM2 subband
coderg o]EEA A|AH Q] L&A coder THE 7
=37 At 4= 4 (analy
sis-by-synthesis) & Z7Fo.2 3= MOS 3.479]
RPE-LTPEZ &4 coderz2 9_1}7510}5&231 RPE-
LTPo HeHez GSME 25MHz9l tigujje]
25kHz/channel?] 1000x]4-& F+AE8 4 U}
o]t= ADPCM& 24 coder2 A3l DECT
o Bjaf 2.3u¢] &FF7HE 7H2 Aoldltt
Bo| t]xgk A2 x| A9 D—AMPS (&
[S—54)= ofdza Alawlel AMPSY %o——
S7HA7171 A A= ATk 30kHz Wofl 3749
Ade dgahs Waoz 170e] AMPSE 4
st Zadoz 3ue & F7HE ZHAStT

{s

[¢]

4B

7}

ofr
O

£ dlo
oo
=) rlo

Oft

i

5

E

1

lo
o

A

oo rlr o o o

[ex)

d
il

Z

<]

_‘TL

[s]
4

‘5'}:!
‘T"\_'f'

JDCY §4 coder’t ze 2 (MOS), At 10kHz ol & A-gate] $4& AFsts] 9al
(MIPS, mW), A48 (bps)& Hlasich 8kbps VSELP¢] €4 coder(channel coder& 3t
(B 4) A2 olE5Al A|2~ee] 34 Codere] A5u

System D-AMPS

ITEM (15-54) GSM IS-95 CT-2 JDC
Multiple Access TDMA TDMA CDMA FDMA TDMA
Speech Coder VSELP RPE-LTP QCELP ADPCM VSELP
voice rate(kbps) 13 22.8 19.2/28.8 72 11.2
uncoded voice rate variable

(kbps) 8 13 g 32 6.7
MOS 3.45 3.47 3.45 4.1 3.40
MIPS 13.5 6 11~23 2 o3 ?
Mean power(mW) 200 125 600 5 ?

(1063)



PCSE 918 $4 9 949 g4 va [
2 72§ 13kbps7t €rh)e} 7/4-DQPSKe] W& A g

Z 714% AHgssith. D-AMPS] &4 codere # 5% 19959 olF ITU-T] £4 coder &
13kbps RPE-LTPol| ul3) Adwgo] 20fA% 57k & $3F& HejEch. ITU-T G728 LD-CELP=
sz whd 3L AY HxT £EE fAslme  16kbpsel A Fakska MOS 4.09 33} 19MIPS

25kHz/channel?l GSMo| uja] 2.5ue] {&F =
7 7HA -

[S-95¢)] AelE QCELP+ voice activity de-
tection(VAD) 7H& A &&= wvariable rate
codergh= AollA AF7HA] BFESHE thE coder
o} 2}o)AL zt=r}, VADE silence 77kt &4
e B-H3H silence 7t Yldl A= H bit
w9& ] wied B AFES EY F
olth. QCELPo|A ¢ VADE &A1& 4714 RE
2 HBE&3lo 747} 8kbps, 4kbps, 2kbps, 2181 0.
8kbps2 HFETh. FFH O Z= 4kbps ]3| A
coder7} 5&taty ALtEFE 72t 22 uhgt 11~
23MIPS7} dt}, 1S-54¢] g8ko opda 1 A2
AlzElo] vl 3u] AT ZFylo] = Wb,
1S-95= CDMA¢} QCELPe Z3to g o|2d 0o
2 Ht 15809 &F S/ ZidiEv AA AL
Al 7~8uf &% Z7HE S FT

R A= RCRo| 9Jsf JDC A|2Ble] FF0
2 A" 6.7kbps VSELPES E& 8kbps
VSELP$} fAlgl S48 AL AdFE 2es
S 84 coder AAFonH B9 228
ol=tl AFaHrt tha FodlMe ) A+
AY EF8% oA half-rate 4 codere %
#3t 53 [TU-Te| &3 ZAY dia) Aulst
712 gt

-

Lo
(=3

o -4

L
LN

ofX
KO N

II. X4t PCSE 24 coder?] EFE3| £&t

MEAA AFe nie} Zo] AN PCSe
PSTN, o)At A&z}, satellites T4 A| A8 714

o] 247 A3tolth. B Fo|A= PSTNE &4
codere] ¥F318 2 k= ITU-TY BEs
=3 half-rate tAg A2a A28 (2540
PCS)& 938 24 codere] F&sto] ] 7)%3t

(1064)

olate] AXFE Zte 54 coderot}. HEo]
ITU-RoA & o] F5A3ols T4l Al2del
FPLMTS(Future Public Land Mobile
Telecommunication Systems)e] ¥% 74 31
spol] tfgt A7 FP = gint. o)e} g ITU-
To|A= LD-CELPY 3% njd o 16kbps o]3}
9} 16kbps o}4te] ASEE $35+= 24 coder
of gt A+E F& k. 12.8kbpset 9.
6kbpsl A H2ElE 2 dh= LD-CELPE 19954
119 G.7289 Annex HZ ¥&F Halo] viH=E
oA eln, voice-bandZ ©olE}E HE3L7] Y8k
16kbps ©]%4<] LD-CELPE #3siele E&E3)
A o] ZlgFo| Tt

247 Holetg Al dFatr] $ste 11
2kbps ©]&}e] DSVD(Digital Simultaneous Voice
and Data)& £4 codere| ¥#3l7} X3)zo0]H,
&z University of Sherbrooke(9.6/13kbps dual
rate CS-CELP), Rockwell(11.2kbps CELP),
NTT(11.1kbps CELP), AT&T(SVD-CELP)%
o] &1 codergg ITU-To| AZs|
19959 949 o5 F 1719 TR coderd A4

L
T

=%
‘3‘——]1 2}\:]17

(B 5) ITU-T] &4 Coder E=3} £

24 coder | study period < &
16kbps ©]&} FPLMTS
| D-CELP 1995.2~1995.11
16kbps o]} Voice band data
LD-CELP 1995.2~1996.3 A
11.2kbps Digital  simultane-
o]3}9} 1995.2~1996 ous voice and data
DSVD& modem
Very low-rate
PSTN
4kbps coder|{1995.11~1998.12|PCS
Mobile-telephony
satellite system
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& o Ao}

43k, ITU-T G.729(8kbps CS-ACELP)¢] &
71 &4 coderg 4kbps SAl coderd BFEIE
1995 11€5€ Algste] spar ok ole] &
QBolz= PSTNE visual telephone, PCS, mo-
bile-telephony satellite A] =8 2 message retrie-
val A|AE Zo] 9lom 19983 o] FFoto
gxd Aol

UAg Ag} AFA 7Y F& 2w
Z7117]7] 93 half-rate 4 codere] EF3}
Aol Bu], {7, Y& A AN &) dA7F
ol o]= % 63 Zt} ¥ 69 vteRd 5.6kbps
VSELPE= $3 GSMY half-rate coder24]
#HAHm, En TIAd A+ Motorola®l 4kbps
VSELPE half-rate TDMA BZo 2 Yeidt of
Aot} 3, YRL oln| half-rate JDC A]A¥
2.0z 3.45kbps PSI-CELP(Pitch Synchronous
Innovation CELP)E 7|4, &0 2 A3}

(E 6) Half-rate Digital Cellular System & 34
Coder

AR
TIA

ETSI/GSM

A
Half-rate TDMA
Half-rate GSM
Half-rate JDC

~ H SAl coder
4kbps VSELP

5.6kbps VSELP

RCR(¥%) 3.45kbps PSI-CELP

v.#d g

A coder= CELP A< BA-3HA W29
2 8kbps olatA A E A9 toll qualityE 1}
F&og drdEo] gton, 4~8kbpse] 7t

coderE°] PSTNe|u 128 AZet A

coder?] BF3h AAL Azl U w
2 338 AY& 5 oot 95| frdt
e, 719, dtadAe FoiZl codere] ARkl

(1065)

o] Zx4 oz /fIE coder ¥R 5E AE

so Folsta o]E B FH AF %
& =gt webA o] digtoit A
AE =4 228 o 45 88 38
i &3] FUe B4l A2’ FEA 24

32 A 71 Aol AF

by £

L A g 17
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19884 25 Aedisa AoiAEEaa (s
1990 25 @EHIed A7) D ARTHT (AL
1994 8f @& d A7) D AAEes ()

1991 9A~1993%F 1A  AHAdAA ARFAATA

19934 28 ~&A AEZ 7D AYd1Y
FHNEL A UF, 34 U

& @ B

195748 8H 24\4

1980 2R S s (3HAL)

19824 28 dxasrled 471 2 AAE A (KA
1989 2R S8 7|ed A7) D Axgsts (9l
19804 1H~19934 185 ARAR AHEA d74A IR

1993 27 ~@A APEred SAATAR

FHAEF ! A
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