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ABSTRACT

Voice over Internet Protocol(VoIP) compared to the traditional PSTN communications costs and because of the
ease of use has been widespread use of VoIP. Broadband Convergence Network (BCN) as part of building with
private Internet service provider since 2010, all government agencies are turning to the telephone network and
VoIP. In this paper, we used the Internet on your phone in the IETF SIP—based IP—PBX is a hacking attack
analysis studies. VoIP systems are built the same way as a test bed for IP—PBX hacking attacks and

vulnerabilities by analyzing the results yielded. Proposes measures to improve security vulnerabilities to secure
VoIP.
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