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Abstract

In this paper, we propose the method of voice
packet transformation for the improvement of voice
quality in embedded VoIP system terminals. For this
purpose, it was analyzed about the RTP header in
the voice packet receiving side and designed about
the handling method of voice packets by using jitter
buffer. Through this analyzed and designed results,
by implementing the voice packet transformation
VoIP
system, we reached that a conclusion is satisfied

method and testing on the self-product

with performance of VoIP services.
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debug Parameter: [Sequence Number]
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[1944] [1945] [1946]) [1947] [1948] [1949]
[1950] [1951] [1952] [1953] [1954] [1955]

[1998] [1999] [2000]

- Total Rx RTP Packet = 2000 [pkt]
~ RTP Packet Loss =12 [pkt]
- RTP Reverse =0 [pkt]
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~- Total Rx RTP Packet = 2000 [pkt]
- DSP access exceed = 6 [time]
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[002] [o0ot f001] [001]

"~ Total Rx RTP Packet = 2000 [pkt]
- Jitter Buffer Size =4 [frame]
- DSP access exceed = 0
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