1L AE

ERELE
bzl oiFshol Yshalsict

g4, we 43EL 2= o4 29 EF
S aEd o g AAE AEA s g

o= Fiel M=
2 toldH s ol AT

2000¢ =RPEnido{ste| EANSLE=EE

i
2

IETF IP g ¥ T2 & F

4, e s, AN AAF" ABA”
x  QrFTE}
o AFAAENATL

Analysis of
IETF IP Telephony Protocols

Eunyong Ha®, Kyungjae Jeon™, Kyungsoo Choi’™
Hwanchul Kim™
*  Anyang University

% Electronics & Telecommunications Research Institute

Sunwan Choi",

2 o
‘?_”519&“*1 L4 Muj2g AF }—‘E dy ¥ £ VolP(Voice over IP) 7]
& B ITU-T H323€ 71woa AEH1n o 28v 113238 2 7%
7t i%}s}ﬂ g Foll olafsted A =¥ oW AL sizte] 8T &
3 EEE wel AL AFD AEAEL A FFE =gol Hasdi,
IETFE ol8{3 EA2 FHslz Ay A4 & 5148 5 U= IP 4%
Ug TZEFE H3383 o, B =5 o Zaggs BAsn
Byt Hulz Fo digk #EEa P 44 I
19964 ol sghlel wdo] spwd PC to-PC 9o 2E A M3} AMvjAir H323E ol&sn

QeI Fo] TAT olFol B Uyl A3} o ey H32EL 1 FERIb

AEol AMHANY (1] 28y 2 FAelE vEYZY 717&01 o dYyn 49T ARHY sl ¢ 84T o
A, AFH A &5 A, azin 7 4% Cololmtel IETFe <8 WG (Working Group)ol A

A& E FFEs FA e JQEN F =
H BAY Ve dAd HAFE Hy w89
 G72319 2 IP HHEEY AA” PR

gt lEfdle] diFsts thA] 21 AulAa Aldg e

oy Z37] Q8 APy F IP $REZY &
Mk MulA ol E HA$EE 7|vwg AFsAd
JQEH EE  71&2 CSN(Circuit Switched Network)€

HFEH 7149

ME7N e TR AR

Azl A

Hatr] W) N

e IP gHlEY Mul2E A @Y Z2F el Fo

i glon E =RelMe o] ZREFES BAYU

_ﬁ] a ‘6'}?:]1—

o] -&3tE

A& A sfn Aok 98y E9 ouzt #H
of Z3d Fol8AM ALgso] ol uwrel AP elA
kgt &4 AMRlAE ATE F UE £F A AMeH
I YR olE FZsAM IP dAXY E£E VoIP (Voice
over IP)g} % &t}

olgldt IP Wl ¥y AlAde ITU-T9 H.323 (2]
of Fated MEEYn H323 FHRL 53 TEgEZo|
obvat &4 ;e g4 IY, THA, E AolEge]

g A3k Aol 4 A5 E WA PR FAse <
HUE olgdezn AHHFsA 7E HARE dAGte
Foeg dYse] goh a2y Az dEU Wste
AEHA Azt Mux @k ofue} Helvve] T4
H WA Melx F& BTHE duE "D ok
oehA Al H3tE ol &dtE e FE Auvge
E AN+ A9 4l
AHE S HFH ol

gtob s, wx7l AHd

- 397 -



200049 S=Heln|Cjojgy] EAstFUE=RT

o 2E Hald dagrst Y4z eo2 £HI 2
He % YL ¥F $4o Fu2g dde 2
zE s FAALH ds Id AP LeL due
& izt Fo A7iZI2 ZHSHD RS del

";“7}" gt dgch PCY &4 U4 LZEHA: 2
< A SeoldE 48 2H QEHUYY
§}°]3=_ Holx ddEed e ) Folsim 2

Sol Frieth TR 3L Fn2e A dolHE
*£E°ﬂ°1°ﬂ Zagh 1 de|HMEY: dmee o

, Fell & PC, AFF-Holl 2l PColl S FAlo &
dlE% %ﬁam. %, T2 g o olo|HE.A
oldl #E AldE AAAULE odudh £F 1 9
olHEANA F7t AW AL JEE o)L F =
7t AR AelEdlE o] RHEE AAG o]
o ot oo)lHER (g AolEdeE Fu, dn
o FAE, Aol AE PC, AHEA PColl FAl0] Hg
U #3L2 AFAA FUES ol&dtd &4
el sbEd 32 2 diste] il @ dig 3o 3
Hde 2 Aol AL CFE tA] Bu AL Azho)
FoM o ZRE Y ridel Mg gx AR o
gt} 1 vide] 2EYE AT Fo] AAFLLE ¥
A digtel A @53l7|2 sty 2 CFol Wg 371 Aw
7 AdE 4 HelAE e LA A},
AefEe] %] B9 A 1 wolNR olFsn Fne
o] Hglellyr d2Eg] ‘ci*“aﬂolat}. AHdL F
F8& ol FoAA )] st $5dE ek 1
#AY $5He] ] dEel e °!I°l
ARM o2 dFR Fode ARG XY %1 w o] A
g fygth

LA

22 X ﬂ_gulr—‘

olgg T Auier ¥ ZREZF JEJDEE

8%}

1) AL 3& #%3tn HEnde] AHS HA
shEd "Wagk Alady ZREZD Session
Initiation Protocol (SIP) [3]

2) A Foa Atelo] etje ¥ ®jte HEy T
E&: Real-time Transport Protocol (RTP) [5]

3) glolE Ho]X & HIZdHr] A tYE:] H L
2 E#: Light-weight Directory Access Protocol
(LLDAP) [6]

4) dldo] Mg 3&3tn voe ~EYE Ay
= vde] xEgY ZIZEZF  Real time
Streaming Protocol (RTSP) [7]

5) dlo]HMEL Aady Z2egn dgsuy g

ZIeE ATE F de
(SUA) [3]
6) PSTN3 Jells Qe ulztel] HAZ
3t 715 & 3T vt AHojEd ]
Agstn FaE Al d3t AojE ol (n o]
AolEdoNE #g F & mide AolEdo]
A X ZEZ: Telephony Routing over IP

71%: SIP User Agent
dlole] ¥

7

(TRIP) [8]

8) nitie] AolESolE AAY 4= A mivie] Ao
Ego] Aol ZEEZ Media Gateway Control
Protocol (MGCP) [9], Megaco/H.248 [10]

9) dugPgor e Aladye Adeule H3
FHE wpry I A3E AHAYUA A48 +
AE Alads A4 T2 EF Simple Control
Transport Protocol (SCTP) [11]

23 1P XY Alag AA +=&
<219 1>& IETF &F 7|% IP delEy Axg
TZE BoFE,

Media
Controller

Media
Controller

e P}
Voice
-

557 Signaisng Sysiem 7
SCP: Service Control Pornt
STP Signsl Traafer Paunt
TCAP Tramsacton Capabilities
ISUP ISDN User Part

@

<3y 1> IP del XY Ala" 722

3.IP 4 EUE % IETF B8 ZR2EF ¥4
3.1 Session Initiation Protocol (SIP) [3]
SIP¥= ITU-T H.323¢] 343 ZTze&F¢ H245

o g&¥h Zvlly dEngol ooz suy
Rov HIZ IP Xy Ao TREZEAM AR
HE ¥4 IETF IP Q¥4 Z2EZF9 dhjen)
HTTP9 o] HAE 7|8 R824 F#Ho| £o]
sti 71E § vl HEe] Kol wielA SIP
A7 el HTTP HAAXNE s gd viax vz
TAHT 93T A WAsE X¥eh ©@x Al
THE mass AAdE AZFss INVITE, S5 o
g & HWAA] ACK, NS FE3e BYE, 24&
Hadlm 9 &2l CANCEL, 48 M F=3
+ REGISTER, 7|¥} OPTION# 22 Zo #dd o
4225 Adgr. £ AR bidEeE 2 35 A
= Ao o HRE 7ledck #A Session
Description Protocol (SDP) [12]& o] &3l M4 AW
2 Jlestn ok WEYA Ad SIPE o] &3
registration server, proxy server, proxy server’t Ath
Registration servert Abg-zke] @z ¢ x& 734 %ch
ko] oo Fme o] xAle 9z ARE v FF
g 74 9oltl Proxy serveri= 38 Wolx Az H
A& AAE €3 e MYA 2 3F AL
ubd ol redirect servers 28 W& Fol t}g& AW
AR E AYsA fn Egto|dEddA
A ARE dejFd

AHE2E 1A Feh, A AA, A A, M F
oAz #el 71% S AlFE T hold, transfer, mutest &

do _:1 o

- 398 -



2000 H2YElo|clojsts] EAYFUEEE

% 71% 7% (feature invocation)® L 7|% LI A
AL
[=]

Fauh

3.2 Session Description Protocol (SDP) [12]

SDPE B YelA 2ol A4lel Helst)
4% A7 BaE st RuE Fushn QAN

% wEnlto)l dug gelg Brow

Egolrh SPPE WEjuutle] A4g
Ao} A

Fege 2
delstr] s A

A Aol zd, Az #¥ AEE 2
dow oy ArEw vl Ao MM g Fai
o 2E vrel §4d % vtiolMH Fh%E XTI
A gk 23v &l—&oﬂ%: P dAXIE 93 AHE

s SIP7 $4F &
< WY W Apgr

Amd o ede 299 FH/T

3.3 Real-time Transport Protocol (RTP)
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3.4 Real time Streaming Protocol (RTSP)
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