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ABSTRACT
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This paper is know the purpose of transfer function in LSV

frequency charcteristics.

First Theoretically modeling using Linear Shift-Invariant Filter.

Second linear shift-varint spectral modification is explained

using this model.

Finally Finite-daration time-vary signal is experimented using

computer.
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Fig 1. A model of L SV digital
filters by successive use
of LST filters.
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Fig 2. Aa LSy digital filter
which is equivalent to
a bank of LSI filters
iliustrated.
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3. LSV Digital Filter &
ol ¥ Spectrum modifica-
tion
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